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Following instructions are based on the example of 2 channels, SIP account from 501 and
502 for SiSky’s SIP Endpoints.

Config Asterisk for SiSky (For Example: Asterisk without freePBX)

1. Define SIP Extensions in file sip.conf
for example:

[501]

type=friend

secret=501

qualify=yes

nat=no

host=dynamic

canreinvite=no

context=from-internal

Set other extensions as same as setting extension 501.

2. add below lines into file extensions.conf:
[from-internal]

exten => 500.1, Dial (SIP/${EXTEN:0}@501)
exten => 501.1, Dial (SIP/${EXTEN:0}@501)
exten => 502.1, Dial (SIP/${EXTEN:0}@502)

sip.conf extensions.conf

[501] ’ [from-internal]
type=friend 4 exten == _500.1, Dial (SIPA{EXTEN03@S501)
secret=501 Vs [ exten == _501.1, Dial ( 3IF/{EXTEN:0@501)
qualify=yes exten => 5021, Dial {SIF/R{EXTEN0Y @502
fiat=t10 i
host=dynarmic )/:/ .
canteitwite=no 7 /
(contest=from-internal ) '
[502] /
type=triend
secret=502

qualifir=yes

niat=ti0

host=dynarmic

canremnvite=no
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2. restart Asterisk

Now you have successfully finished configuring Asterisk for SiSky Enterprise
Edition. Next step you should Config SiSky’s SIP Endpoints and Skype trunks.
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